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FXO Ponto A Ponto Com ATA SPA232 e PAP2-T

Nesse documento vou descrever como configurar o transporte de uma porta FXO via ip para
outra porta FXS

Estou usando o seguinte cenario:

SPA232
FXO
192.168.128.200

Configuragdo lado do SPA232

IP Network

PAP2 FXS
192.168.129.201

av

Suponho que o enderecamento ip ja esteja correto, outra detalhe é que estou usando sem nat
estou um um tunel GRE entre as 2 redes.

Network Setup

“Voice

PSTN

NAT Settings
NAT Mapping Enable:

NAT Keep Alive Msg:

Proxy and Registration
Proxy:
Outbound Proxy:
Use Qutbound Proxy:
Register:
Register Expires:
Use DNS SRV:
Proxy Fallback Intvl:

Subscriber Information
Display MName:
Password:

Auth 1D:

Audio Configuration
Preferred Codec:

Adminisiration

no -

SNOTIFY

192.168.129.201:5060

no -
Iyes vI

3600

3600

IGT11u 'I

Use Remote Pref Codec: [no ¥]
G729a Enable: |yes vI
Submit | [ Cancel || Refresh |

NAT Keep Alive Enable:
MNAT Keep Alive Dest:

Use OB Proxy In Dialeg:
Make Call Without Req:
Ans Call Without Reg:
DMNS SRV Auto Prefic:

Proxy Redundancy Method:

User ID:
Use Auth 1D:

Use Pref Codec Only:
Codec Negotiation:
Silence Supp Enable:

SPROXY

yes v
yes ¥

yes ¥

]%JJQ

Normal




Proxy:Enderego do FXS : Porta SIP dele
Codec:Deve ser igual nos 2 Equipamentos
UserlID: Qual o usudrio que ele vai deve receber do ata FXS.

A
Dial Plans |

Dial Plan 1: | (<50:200@192.168.129.201:5060>) |

Dial Plan 2. T (xx.) . |

Dial Plan 3: [ (xx.) |

Dial Plan 4: [ (o) |

Dial Plan 5: [ (xx.) 1 |

Dial Plan &: [ (o) |

Dial Plan 7: [ e |

Dial Plan 8: [ (o) |
IVnIP—Tn—F'STN Gateway Enable:  [yes | I VelP Caller Auth Method: [none =]

VoIP PIN Max Retry: E One Stage Dialing

Line 1 VoIP Caller DP: DECT Line Caller DP: [T =]
I VolP Caller Default DP: 2 -] Line 1 Fallback DP: [none =]

VolP Caler ID Pattern: | |

VolP Access List | |

VolP Caller 1 PIN: [ VoIP Caller 1 DP: [ =]

Dial Plan: E para onde vai ser roteada a chamada nessa caso SO se refere a Porta FXO e 200@IP
é qual o UserlD vai enviar para o IP do FXS

VolP-To-PSTN Gateway Enable: Habilita o roteamento de uma chamada IP para sair por uma
porta analdgica-

VolP Caller Default DP: Encaminha uma chamada para a FXO

PSTN-To-VolP Gateway Setup
PSTN-To-VolP Gateway Enable: ves PSTN Caller Auth Method:

PSTH Ring Thru: yes - PSTH PIN Max Retry:

PSTN CID Number Prefic:

Off Hook While Calling VolP:

Bl

PSTN CID Name Prefic:

PSTHN Caller 1D Pattern:

P5THN Access List:

PSTH Answer Delay:

PSTN Caller 1 PIN: PSTN Caller 1 DP: 1
PSTN Caller 2 PIN: PSTN Caller 2 DP: 1
PSTN Caller 3 PIN: | | PSTN Caller 3 DP: 1~
PSTN Caler 4 PIN: | | PSTN Caller 4 DP: 1 -
PSTN Caller 5 PIN: | | PSTN Caller 5 DP: [1~]
PSTN Caler 6 PIN: | | PSTN Caller 6 DP: |1 vI
PSTN Caller 7 PIN: | | PSTN Caller 7 DP: 1~
PSTN Caler 8 PIN: | | PSTN Caller 8 DP: 1 -
PSTHN Timer Values (sec)
VolP Answer Delay: | VolP PIN Digit Timeout: [ 10 |

PSTH PIN Digit Timeout:




PSTN Caller Default DP: Vai utilizer o Dial-Plan 1
PSTN Caller ID Pattern: Usuario que serd utilizado para enviar a ligagdo vinda da PSTN
PSTN Caller Auth: Desabilita autenticacao

PSTN
PSTN-To-VelP Call Max Dur: 0 PSTH Ring Thru Delay: 1
VolP-Toe-PSTM Call Max Dur: 0 PSTH Ring Thru CWT Delay: 3
BLG Beiesh lotil 4 PSTM Ring Timeout: 5
ﬁN Dialing Delay: 1 PSTH Dial Digit Len: A
PSTN Hook Flash Len: 23

PSTN Disconnect Detection

Detect CPC: ,Ej Detect Polarity Reversal: ly?j
Detect PSTHN Long Silence: ,Fj Detect VelP Long Silence; Fﬂ
PSTN Leng Silence Duration: 30 VolP Long Silence Duration: 30
PSTN Sience Threshold: [medum ¥ | Min CPC Duration; 02
Detect Disconnect Tone: !_Ll
Disconnect Tone: 425[@-19,425@-19;5(.25/.25/1+2)

nternationgl Setfings
FX0O Country Setting: ’Wﬂ Ring Frequency Min: 10
SPA To PSTN Gain: [I] Ring Frequency Max: 100
PSTN To SPA Gain: 6 Ring Validation Time: [256ms  +|
Ring Indication Delay: Wﬂ Ring Timeout: Wﬂ
Ring Threshold: ’mﬂ ILin&—In-Use Voltage: 20 I
DTMF Level: -10 DTMF Twist: 2
Submit | | Cancel | | Refresh |

PSTN Dialing Delay: Tempo que o ata vai attender a chamada e encaminhar pelo dial-plan
Disconnect Tone: A Frequéncia do tom de um desconexado, este é o padrao do brasil, se estiver
incorreto pode ficar presa a ligagdo quando desligar 425@-19,425@-19;5(.25/.25/1+2)
Line-in-Use Voltage: E a voltagem para considerar a linha ativa, o padrdo é 30 mas se for ligar

em um PABX deixar 20 para detectar a linha.



User 1

Cfurd All Dest: 200 Cfid Busy Dest: | |
Cfurd No Ans Dest: Cfid No Ans Delay: [ 20 |

Selective Call Forward Settings

Cfwrd Selt Caller: | | Cfivd Sell Dest: | |
Cfind Sel2 Caller: | | Cfid Sel2 Dest: | |
Cfwrd Sef3 Caler: | | Cfivd Sel3 Dest: | |
Cfwd Seld Caller: Cfivd Seld Dest:

Cfwd Sel5 Caler: Cfivd Sel5 Dest:

Cfurd Sel§ Caller: | | Cfivd Sel6 Dest: | |
Cfurd Sel7 Caler: | | Cfiwd Sel7 Dest: | |
Cfwd Sel8 Caller: | | Cfivd Sel8 Dest: | |
Cfwd Last Caller: Cfiwnd Last Dest:

Block Last Caller: Accept Last Caller:

Speed Dial Setfings

Speed Dial 2 | | Speed Dial 3: | |
Speed Dial 4: | | Speed Dial 5: | |
Speed Dial 6: | | Speed Dial 7: | |
Speed Dial 8: | | Speed Dial &: | |
Submit | | Cancel | | Refresh |

Cfwd All Dest: Encaminha todas as chamadas recebidas para o Numero 200

Configuracao PAP2 FXS

. USE B Froxy In
Outbound Proxy: | | Dialog: |5’es ;I
- - Make Call Without I—:Iv
Register: no Reg yes
Register Expires: 3600 | Ans Call Without R&g:l‘,’es vI
Use DMS SRV: no - DMNS SRV Auto F’reﬂx:lnn vI
. Proxy Redundancy
Proxy Falback Intvi: 3600 | Mo e [Normal ~|
. . . Mailbox Subscribe
Voice Mail Server. | | Expitcs 2147483647 |
Subscriber Information
Display Mame: I User |0 200 | I
Password: Use Auth 1D: no LI
Auth 1D:
Mini Certificate:
SRTP Private Key:
Supplementary Service
Subscription
Call Waiting Serv: yes ¥ | Block CID Serv: yes - |
Block ANC Serv: yes ¥ | Dist Ring Serv: yes - |
Cfd All Serv: yes ¥ | Cfwd Busy Serv: yes - |




Audio Configuration

Service
Anncuncement Serv:

no =«

Preferred Codec:

(5729%a Enable:
G723 Enable:
3726-16 Enable:
(3726-24 Enable:

G726-32 Enable:
G726-40 Enable:

IG?"I‘IU vI

DTMF Pran&sslNFD:l‘,'es VI

DTMF Process AVT:
DTMF Tx Method:
F&X Process NSE:

FAX Disable ECAN:

|1,res vI
|Auto vI
|1,'es vI

no =«

§

Silence Supp Enable: |no -

Silence Threshold: medium vI

Echo Canc Enable: yes -

Eche Canc Adapt
Enable:

Echo Supp Enable: yes -
F&X CED Detect

S R

Enable: yes ¥
Eﬁbﬂhl:‘dl:: Detect ves ~

FAX Passthru Codec: | G711u
Symmetrc ves
Eﬁﬁs;:ssthru MNSE -

DTMF Tx Mode: IStrid vI
Hook Flash Tx
Method: [None x|

Release Unused I—:‘
Codec: yes [z

FXS Port Polarity

Diial Plan:

(=50:201@192.168.128.200:5061=) |

Configuration

Enable IP Dialing: yes LI Emergency Mumber: |
Idle Polarity: Forward - | Caller Conn Polarity: IFol‘ward vI
Callee Conn Polarity: | Forward -

Save Settings

Cancel Settings

Codec: Codec de audio precisa ser o mesmo dos 2 lados.

DialPlan: Envia todos os digitos para o IP e porta do outro ATA.

Com isso estd concluida a configuracao.

Daniel Vieceli




