Enable MVA service from serviceability page

CM Services
‘ Service Name ‘ Status: | Activation Status Start Time Up Time ‘F
Cisco CallManager Started Activated Tue May 14 07:30:35 2013 17 days 04:34:43
Cisco Messaging Interface Not Running Deactivated
Cisco Unified Mobile Voice Access Service Started Activated Fri May 31 08:28:34 2013 0 days 03:36:44

Enable end user for Mobile Voice Access
r Mobility Information

Enable Mobility

Enable Mobile Voice Access
Maximum Wait Time for Desk Pickup® 10000

Remote Destination Limit* 4

Remote Destination Profiles RDP-test E

View Details

Configure MVA number

Mobile Voice Access

~Mobile Voice Access Information
Mobile Voice Access Directory Number® 5519

Maobile Voice Access Partition Internal_FT -

Cisco Callmanager service parameter for MVA to true

Inbeund Calling Search Space for Remote Destination * Trunk or Gateway Inbound Calling Search Space - Trunk or Gateway Inbound Calling Search Space
Enable Enterprise Feature Access ™ True - False

Dial-via-Office Forward Service Access Number

Enable Mobile Voice Access * True - False

Mebile Voice Access Number

Matching Caller ID with Remote Destination * Complete Match - Complete Match

Number of Digits for Caller 1D Partial Match * 10 10




CSS of Gateway SIP Trunk

—Inbound Calls
Significant Digits* All
Connected Line ID Prezentation® Default

Connected Name Presentation® Defaylt

I_Calling Search Space VEW_CSS
AAR Calling Search Space < None =
Prefix DN

MVA DN partition (Internal_PT) belongs to VGW_CSS partion

Calling Search Space Information

*

MName ew_Css

Description ©s5 for SIP trunk.To route calls to Tran Patterns

Route Partitions for this Calling Search Space

Available Partitions™** ZDigits_PT
4Digits_PT
Directory URI
Info_Dir_PT
International_PT

A

Selected Partitions Internal_FT

TranPatt_FT
WMPilotNumber_FT

Configure the VXML gateway

voice translation-rule 2
rule 1 /25889997/ /5610/

voice translation-profile RDP
translate called 2

application
service mva http://10.0.0.101:8080/ccmivr/pages/IVRMainpage.vxml

dial-peer voice 8 voip

corlist incoming call-inVoicePT
description *** FROM PSTN ***
translation-profile incoming RDP
service mva

session protocol sipv2

incoming called-number 25889997

»<


http://10.0.0.101:8080/ccmivr/pages/IVRMainpage.vxml

voice-class codec 2

dtmf-relay sip-notify rtp-nte

fax rate disable

fax protocol pass-through g711alaw
no vad

dial-peer voice 27 voip

corlist outgoing call-outVoiceCM
description *** TO CUCM ***
destination-pattern 5610
session protocol sipv2

session target ipv4:10.0.0.101
voice-class codec 1

dtmf-relay sip-notify rtp-nte

fax rate disable

fax protocol pass-through g711alaw
no vad



